VSP~5002/V5P~5004
Bandwidth Control and VoiceSﬁaJoing VoIP Gateway

Product Overview

antek VSP-5002/VSP-5004 are both SIP and H.323 compliant with one/two modules supporting 2/4 phone/line ports and more than
two Ethernet interfaces VoIP gateway. VSP-5002/VSP-5004 gateway not only transferring both voice and fax medias between the PSTN
network and IP network, also equipped with the best DSP solutions supporting both G.723.1A and G729AB Codes and echo
cancellation and others, it achieves best quality and efficiencies in the VolP field.

VSP-5002/VSP-5004 solves the QoS problem by providing the built in traffic shaping and bandwidth control functions. It can guarantee
voice packets have a higher priority than data packets to access Internet. It can efficiently control and manage the bandwidth of data
traffic by various shaping policies, such as IP address range, application types (WEB, FTP, Telnet,..), priority, etc. By controlling and
shaping the data traffic, the voice traffic can gain the best quality and least latency.

Key Features and Benefits

Support standard SIP and H323 Protocol

Built-in 2-ports for VSP-5002 and 4-ports for VSP-5004 Ethernet switching Hub
FXS port can generate reversal battery signal

GW builds in NAT and Bandwidth Management features

ADSL line or Router can service voice and data at the same time. Enable NAT feature, it can do a DHCP server, all PCs/Notebooks can
do a DHCP client to access Internet through ADSL line or Router with its Ethernet switch hub. When PCs/Notebooks access Internet,
Bandwidth management feature can make voice packets have a high priority than data packets to guarantee voice quality.

NAT pass-through
It can be configured to pass through any general NAT or Firewall device.

Dynamic IP Support
It allows existing addressing schemes to remain without the need of fixed IP address. It can directly connect to the DHCP enabled cable
modem, or PPPoE equipped ADSL modem, which uses dynamic IP address to link to Internet.

FXO port can learn PBX/PSTN busy/disconnect tone cadence automatically
There are no any FXO hang-on problems in our FXO port to connect world-wide PBX/PSTN system, except there are no any
busy/disconnect tone cadence generate from this PBX/PSTN system when user hang-off this call.

Advanced Dialing Plan
Advanced dialing plan and address mapping make connection to PABX a simple job. It gives versatile and flexible dialing to any
destinations. It also supports "hot line" direct through connection.

Wildcard
It can be configured to use wildcard as its PABX extensions, significantly simplifying dialing plan for Intranet VolP applications.

Security
It offers onboard two-level password for administrator and user configuration (Telnet login, browser login, and console login)

Management Tools
It supports full remote management ability with its embedded Telnet server and HTTP server.

Others
Automatic/Manual control of jitter buffer, manual gain control.
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